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Abstract

This thesis describes the design and development of an acoustophoretic manipulation platform
AcouMan. The platform uses a matrix of ultrasonic transducers to steer millimeter-scale
objects floating on a water surface. The transducers driven by phase-shifted square-wave
signals allow shaping the acoustic field. The phase-shifts are periodically determined through
real-time numerical optimization so that a desired shape of the acoustic field is achieved.
An implementation of a tailored solver was necessary to meet the real-time requirements.
The thesis explores the manipulation of spherical and planar floating objects. For both, a
mathematical model is designed that describes the motion of the object due to the force
effect of the acoustic field. The control system for spheres is based on a linear-quadratic
regulator (LQR); the control system for planar objects is based on model predictive control
(MPC) and particle swarm optimization (PSO). Besides positioning single and multiple
objects, the performance of the control methods is also demonstrated through assembling

several planar objects into predefined tight formations.

Keywords: ultrasound, non-contact manipulation, LQR, MPC, real-time optimization

Abstrakt

Tato prace popisuje navrh a vyvoj akustoforetické manipula¢ni platformy AcouMan. Tato
platforma vyuziva pole ultrazvukovych ménic¢t pro fizeni milimetrovych objekt plovoucich
na vodni hladiné. Ultrazvukové ménice jsou fizeny obdélnikovymi signaly s ruznymi fazovymi
posuvy, coz umoznuje tvarovat akustické pole. Tyto fazové posuvy se nastavuji periodicky
podle vysledkti numerické optimalizace tak, aby vzniklo akustické pole s pozadovanym
tvarem. Pro funkcénost v realném case bylo nutné implementovat solver Sity na miru. Tato
prace zkoumé bezkontaktni manipulaci s kulovymi a plandrnimi objekty. Pro oba piipady je
navrzen matematicky model objektu, ktery popisuje jeho pohyb v dusledku silového piisobeni
akustického pole. Systém pro Tizeni kulovych objekti je zalozen na linedrné-kvadratickém
regulatoru (LQR), zatimco systém pro planarni objekty je zaloZen na prediktivnim fizeni
(MPC) a tzv. particle swarm optimalizaci (PSO). Vykon téchto fidicich metod je kromé
pozicovani jednoho ¢i vice objektt demonstrovan také skladanim planarnich objektt do

predepsanych tésnych formaci.

Klicova slova: ultrazvuk, bezkontaktni manipulace, LQR, MPC, optimalizace v redlném

case
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1 | Introduction

In this thesis, I present AcouMan, a novel platform for contactless acoustophoretic manipula-
tion of multiple objects. The platform can manipulate spherical objects (balls) and planar
objects (thin, 3D-printed shapes) that float in a container filled with water. The objects are
affected by forces that arise from the shape of the surrounding acoustic field. The field is
shaped by a 16-by-16 array of ultrasonic transducers. The position of the objects is measured,

allowing for precise feedback manipulation.

1.1 Motivation

AcouMan is the second iteration of an acoustophoretic platform. In 2018, I wrote and
successfully defended a Bachelor’s thesis about the first version of the platform [1]. A year
later, I have co-authored and presented a paper about this version at the 8th I[FAC Symposium
on Mechatronic Systems [2]. Albeit functional, the first version had some drawbacks. The
biggest issue was its small manipulation area and the fact that it was able to control only
one object at a time. Also, the developed control system could only manipulate spherical

objects. Thus, the first version served as a proof of concept.

This thesis aims to fully explore the possibilities of this method of ultrasonic manipulation.
The newly built platform should have a larger manipulation area, should be able to steer
multiple objects at once, and it should be able to manipulate floating planar objects, not

just spheres.

1.2 State of the art

There are numerous applications that use an array of ultrasonic transducers. The most
prominent example is the acoustic levitation. A comprehensive overview of progress in the
development of acoustic levitation is provided in a paper by Andrade et al. [3]. In short,
there are several methods that utilize both standing [4, 5, 6], and traveling [7] waves and can
manipulate objects of various sizes, ranging from microscopic [5, 6] to millimeter-scale [4, 7].
The platforms mentioned above, as well as the majority of others, use open-loop control —
they do not need to measure the position of manipulated objects, because they are naturally
stable. An example of closed-loop control is the so-called Ultra-Tangibles platform developed
by Marshall et al. [8]. This platform allows for interactive manipulation of multiple objects.
However, compared to AcouMan, it is far more complicated — each ultrasonic transducer

has its own microcontroller.



2 Chapter 1. Introduction

Another example of a platform that uses an array of ultrasonic transducers is the so-called
Ghost Touch developed by Marzo et al. [9]. This platform is very similar to AcouMan in the
way it shapes the acoustic field. The transducers are driven by square-wave voltage signals
with appropriate phase shifts to generate acoustic pressure focal points in desired positions.
Controlled positioning of these focal points enables drawing in the sand, inducing flow in a
fluid, and to create, move with, or pop bubbles in a soap solution. It is precisely this effect
of focal points on various substances that the AcouMan platform attempts to harness for

the purpose of contactless manipulation.

1.3 Thesis outline

The thesis is structured in accordance with the assignment. Each bullet point from the
assignment corresponds to one chapter. In Chapter 2, I present the mechanical and electronic
components of the platform. In Chapter 3, I define the optimization problem for shaping the
acoustic field and describe an algorithm for solving it. In Chapter 4, I design a method for
independent manipulation of multiple spherical objects. This procedure involves modeling
the spherical object, designing a control system, identifying the parameters of the model,
and tuning the control system parameters. In Chapter 5, I repeat this design procedure for
planar objects. In Chapter 6, I present an algorithm for assembling these planar objects into

predefined formations. Finally, I conclude this thesis in Chapter 7.
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In this chapter, I briefly describe the mechanical and electronic components of the platform.
As mentioned in the introduction, AcouMan is the second iteration of an acoustophoretic
platform; the original version was built as a part of my Bachelor’s thesis. A photograph of

both platforms is shown in Figure 2.1a.

2.1 Mechanical design

Similarly to its predecessor, the new platform is composed of three laser-engraved plexiglass
panels. The bottom panel serves as a mount for the Raspberry Pi camera module and the
LED lights. The bottom panel of the new version is spray-painted with matte black paint to
reduce reflections, and the LED strips illuminating the manipulation area are covered with

translucent plastic, which acts as a diffuser.

The middle panel is the manipulation area. In the previous version, I used a Petri dish as a
container for the floating object, as shown in Figure 2.1c. Because the effective manipulation
area of the new version is larger, I can no longer use the Petri dish. To solve this problem, I

have built a pool with 3D-printed walls. Detail of the pool is shown in Figure 2.1b.

The top panel holds the array of ultrasonic transducers. The previous version utilized a
laser-cut box as housing, while the new version has the printed circuit board (PCB) with
transducers attached directly to the plexiglass panel. The array of transducers is also larger,

increasing from 64 to 256 actuators.

2.2 Electronics

The electronic components of the platform consist of 256 Murata MA4054S ultrasonic
transducers, four signal generators to drive them, and a Raspberry Pi computer. A diagram

with connections between these components is shown in Figure 2.2.

The Raspberry Pi is the central ‘brain’ of the platform. It processes the images from the
camera module', runs the control algorithm, and communicates with the signal generators.
The control algorithm is implemented in Simulink, allowing for rapid prototyping. The

Simulink models are available on the AcouMan GitLab repository (see Appendix A.1).

The signal generator is based on the Terasic DEO-Nano field-programmable gate array

!The computer vision system is available at https://github.com/aa4cc/raspi-ballpos.
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Figure 2.1: Photographs of the old and the new acoustophoretic platform

(FPGA) board, and a custom-made ‘shield” add-on. The FPGA board generates 64 phase-
shifted square-wave signals having 3.3 volts peak-to-peak (Vpp), which are then amplified to
16 Vp,, by the shield. The phase-shifts and duty cycles of individual signals are set via USB
from the Raspberry Pi. The duty cycles are only used to turn individual channels on (50 %
duty) or off (0% duty), not to regulate the power of the transducers. The resolution of the
phase-shifts is one degree (/180 radians).

Since the signals that drive the transducers are generated on four separate FPGA boards, the
boards need to be synchronized. The synchronization method as well as the FPGA program
was designed by an undergraduate student Petr Broz?. His solution employs a master-slave
architecture. One FPGA board, configured as the master, transmits high-frequency pulses,

which mark the rising edge of a zero phase-shift signal. Other boards receive these pulses

2The code is available at https://github.com/aa4cc/fpga-generator.


https://github.com/aa4cc/fpga-generator

2.2. Electronics 5

transducers

\

4@amera modulej(-----E

Figure 2.2: Principal signal diagram of the platform
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and adjust accordingly. When the FPGA boards receive the new set of phase-shifts and
duty cycles, they do not reconfigure their outputs immediatelly. Instead, they wait for a
trigger pulse transmitted from one of the general purpose input-output (GPIO) ports of
the Raspberry Pi. Therefore, the driving signals change simultaneously. In addition, the
FPGA generators also transmit an acknowledgement whether they received the new set of

phase-shifts or duty cycles correctly.

My contribution consists mainly of the communication script that runs on the Raspberry Pi.
The script has a defined number of communication attempts. It transmits the given set of
phase-shifts and duty cycles to every generator until it receives an acknowledgement or runs
out of attempts. Upon transmitting the last message, the script sends the trigger pulse to

the generators.






3 | Shaping the acoustic field

In this chapter, I present the mathematical model of the acoustic field, explain why it is
necessary to use numerical optimization, formulate the optimization problems and algorithms

for solving them.

3.1 Model of the acoustic field

In the previous chapter, I stated that the ultrasonic transducers are driven by phase-shifted
signals. In this section, I explain how the different phase-shifts affect the shape of the

acoustic field.

The mathematical model, which describes the field, uses acoustic pressure in complex phasor
notation. When calculating the total acoustic pressure, P, at a given point, (z,y, z), with a

given vector of phase-shifts, ® = [¢1,...,pn], I assume the principle of superposition:

P(x,y,z,q)) = P(i)(x7y72790i)7 (31)
=1

where P() (z,y, 2z, ;) is the contribution from the it" transducer. This contribution is

expressed as a product of position- and phase-shift-dependent parts:
PO(2,y,2,01) = MO (x,y,2) . (3.2)

Model of the position-dependent part used in this thesis was proposed in [9], and is defined
as: ,
M(i)(xvyaz) :POfdiT(xay,Z)gejkdu (33)

where Py is the nominal pressure at the distance of 1m, fg, is the so-called directivity

function, d is the distance between the point and the transducer, and & is the wavenumber.

For the directivity function, I employ a far-field model of a vibrating piston source [10, p.

179-182] L

2J1(kr sinf)
kr sinf

fdir = 5 (34)

where r is the radius of the transducer, Ji is the first-order Bessel function of the first kind,

and 6 is the angle between the vertical axis of the transducer and the transducer-point

'Due to the high computational cost of evaluating the Bessel function, the directivity in the actual
algorithm is pre-computed at several given points and then approximated by linear interpolation.
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connector. Assuming that the coordinate system is centered at the transducer, the sine of 8

2 2 2 2
sing— VY Y (3.5)
d r? +y? + 22

3.2 Formulating the optimization problem

is equal to

While it is relatively straightforward to calculate the shape of the acoustic field generated
by a given set of phase-shifts, the inverse problem (i.e., finding phase-shifts that generate a
prescribed acoustic field) is far from being trivial, and to my best knowledge, it does not

have a closed-form solution.

Objects exposed to the acoustic field tend to move from high-pressure to low-pressure areas.
For the purpose of manipulation, it is desirable to create areas with different pressure, which
push the objects. To shape the acoustic field, it is necessary to use numerical optimization
with a carefully selected criterion. I have explored three possible criteria for this optimization

problem.

3.2.1 Amplitude fitting

The phase of the acoustic pressure has no observable effect on objects placed in the field. It

is, therefore, sufficient to consider only the amplitude.

The simplest criterion, which I already used in my Bachelor’s thesis, is defined as follows:
Let there be n points, (z1,Y1,21),- -, (Tn, Yn, 2n), with desired amplitudes, Ay, ..., A,. The

optimal phase-shifts are obtained by solving a nonlinear least squares problem:

n

2
P = argminz (|P(mi,yi, zi, ®)|* — A?) . (3.6)
RN T
The amplitude of the total acoustic pressure is squared, because it is actually easier to
calculate the square than the amplitude itself. An efficient formula for calculating the

amplitude is presented in Appendix B.1.

3.2.2 Local maximum constraint

Having a prescribed amplitude at a given point is often not sufficient. To have the desired

effect on the manipulated object, the specified point must also be a local maximum.

The correct way of ensuring that the specified point is a local maximum would be to
minimize eigenvalues of the spatial Hessian matrix (which is equivalent to minimizing the
sum of the second spatial derivatives of the acoustic pressure) and simultaneously have the
spatial gradient equal to zero. Unfortunately, calculating the second spatial derivatives is

computationally prohibitive.
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A computationally manageable criterion uses only the first-order condition for a local extreme:
n
2
®* = arg min E [wp (|P($i,yi, Zi, @) — Af) +
PRV
i=1 (3.7)

a‘P(wivy%ziv@)’Q 2+ a‘P(xivy%ziv@)’z ’
Ox oy ’

where w), is a weight that allows to adjust the trade-off between having the required
amplitude and having zero gradient. Since the movement of objects is restricted to the
xy plane, minimizing the spatial derivative with respect to z is not necessary. An efficient

formula for calculating the spatial derivatives is presented in Appendix B.2.

Compared to criterion in (3.6), this criterion attempts to achieve a local maximum by
minimizing the square of the spatial derivatives. This approach does not guarantee a local
maximum (in fact, it can also result in a local minimum or a saddle point). However, thanks
to the nature of the underlying mathematical model, minimizing this criterion results in a

local maximum if the specified amplitude is high enough.

3.2.3 Gradient fitting

A different approach to creating high- and low-pressure areas is based on the assumption
that the pressure difference between these zones is proportional to the steepness of the
acoustic pressure gradient. The criterion is defined as follows: Let there be n points,
(z1,y1,21), - (Tn, Yn, 2n), with desired value of spatial derivatives, (Py,, Py, ), ..., (Ps,, Py,)-

The optimal phase-shifts are obtained by solving a nonlinear least squares problem:

n

2 2
Plz: ;. 2. ®)|? Plz: . 2. ®)|?
d* — arg min a’ ($1,3/17Zz, )| _ P, + a‘ (mzayzazza )| . Py-
HcRN aIE ‘ 3y ‘

Unlike the two previous criteria, the amplitude of the acoustic pressure is not considered here.

(3.8)

This can lead to potential issues if the resulting amplitude is too high, as high-amplitude

acoustic pressure can break the surface tension of water and create bubbles.

3.3 Optimization algorithm

All three criteria listed above lead to nonlinear least squares problems. There are various
methods for solving this class of problems[11]; one of them is the Levenberg-Marquardt (LM)

algorithm.

The LM algorithm is used to solve a nonlinear least squares problem, which is generally
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defined as:
p'= arg min 1£(p) = yli3 , (3.9)

where p is the vector of free variables (in the acoustic field shaping problem, p would be the
vector of phase-shifts), f is the nonlinear function, y is the vector of fitted values, and ||.|

represents the Euclidian norm of a vector.

The LM algorithm is iterative; in every iteration, the estimate p is updated by adding a

vector dp. The value of dp, is determined by solving a set of linear equations:

(37T 4+ ly) 6y = =37 (D) - ¥) (3.10)

where J is the Jacobian matrix of f, Iy is an N x N identity matrix, and p is a damping
coefficient. The value of p changes depending on the performance of the algorithm — it

increases when the algorithm fails to converge and decreases otherwise.

The set of equations in (3.10) is in a form that can be efficiently solved using a ‘kernel
trick,” described in [12, p. 332]. The kernel trick lowers the complexity of solving (3.10) by
transforming the original system of N equations and N unknowns to a smaller system of n

equations with n unknowns. Formally, the solution can be expressed as:
T -Lor
op =~ ("3 uly) I (Fp) - y) - (3.11)
The following identity
-1 -1
(JTJ+MIN> JT =37 (JJT+uIn) , (3.12)

holds true for any matrix J € R®*" and scalar p > 0 (proof in [12, p. 333]). This identity
can be substituted to (3.11) to obtain

6p =37 (3374 uL) " () -) | (313)

where we need to invert a smaller n-by-n matrix instead of the original N-by-N matrix in
(3.11). Furthmore, we can make use of the special structure of the underlying linear system

of equations in (3.13) and solve the system efficiently by QR factorizaion. First, let us define

_ J7T
J= L/ﬁl ] . (3.14)

The following identity holds true for the stacked matrix

a stacked matrix

JTI=JJ" 4+ u1,. (3.15)

Now, let us decompose the matrix J into QR factors. The matrix J has dimensions (N +n) xn.



3.4. The resulting shape of the acoustic field 11

Therefore, its R factor is composed of an n X n upper triangular matrix R, and an N X n

matrix of zeros. Thus, the term JT J can be expressed as

T
JTI = (Q RID Q Rl] =RIR,. (3.16)

Combining (3.15) and (3.16) yields the following identity
JI'+uI, =R{R;. (3.17)
Substituting this identity into (3.13) yields

op=-J"RI'R;T (f(p)—y) - (3.18)

Solving for d, using the ‘kernel trick’ has an algorhitmic complexity of N n? [12, p. 333],
while solving the set of N equations defined in (3.10) directly has a complexity of N3. Since
N (the number of transducers) is 256 and n (the number of fitted values) is at most 4, the

kernel trick brings a major improvement over direct calculation.

3.4 The resulting shape of the acoustic field

A comparison between acoustic fields generated by amplitude fitting (i.e., by minimizing
criterion (3.6)), and by amplitude fitting with local maximum constraints (i.e., by minimizing
criterion (3.7) with w, = 1) is shown in Figures 3.1 and 3.2. The blue arrows show the
direction and magnitude of the spatial derivatives of the acoustic pressure, the green cross
marks the desired position of the high-pressure point, and the red circle marks the actual
position of the local maximum of acoustic pressure.

Result of amplitude fitting
with local maximum constraint

Result of amplitude fitting

10 2500 10

% Specified point

x Specified point 8
O Local maximum

O Local maximum

5 ——= Spatial gradient 2000 5 ———s= Spatial gradient 2000
= =
g 1500 S g 1500 £
()
A0 T E 0 3
= 1000 3 > 1000 &
= g
< <
_5 _5
500 500
-10 0 -10 0
-10 -5 0 5 -10 -5 0 5 10
2 [mm] 2 [mm)

(a) The acoustic field shaped by minimizing crite-(b) The acoustic field shaped by minimizing cri-
rion (3.6) terion (3.7)

Figure 3.1: Slices of the acoustic pressure field at z = 75 mm. The required amplitude is
2500 Pa at (x,y,z) = (0,0, 75).
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Result of amplitude fitting

Result of amplitude fitting with local maximum constraint
' 2500 55 ' —_— 2500
x Specified point x Specified point
O Local maximum O Local maximum
——= Spatial gradient 2000 ——= Spatial gradient 2000

= =
— 1500 & = 1500
g ¢ g =
£ 45 £ EM 2
> 1000 2 > 1000
= <
40 40
500 500
35 0 35 0
35 40 45 50 55 35 40 45 50 55
2 [mm] z [mm]

(a) The acoustic field shaped by minimizing crite-(b) The acoustic field shaped by minimizing cri-
rion (3.6) terion (3.7)

Figure 3.2: Slices of the acoustic pressure field at z = 75 mm. The required amplitude is
2500 Pa at (x,y, z) = (45,45, 75).

If the specified high-pressure point has its z- and y-coordinates equal to zero, the resulting
field has an identical shape, and the specified point is the local maximum in both cases,
as shown in Figure 3.1. However, if the specified point is not at the center, the amplitude
fitting method does not generate a field, where the specified point is the local maximum.
This can be seen in Figure 3.2a, where the distance between the specified point and the
local maximum is approximately 2 millimeters. Figure 3.2b shows that this issue is solved
by adding the spatial derivatives of the amplitude of the acoustic field to the cost function
(see (3.7)).

The acoustic field generated by gradient fitting is shown in Figure 3.3. While this method
generates a low- and high-pressure area near the specified point, it can also create a second
local maximum. This second maximum may have an unpredictable effect on the manipulated

object.

Result of gradient fitting

% Specified point
——= Spatial gradient

2500

2000

1500

,_
S
(=3
3

Amplitude [Pal

500

z [mm)]

Figure 3.3: The acoustic field shaped by minimizing criterion (3.8). The required spatial
derivatives with respect to x and y are both —7 x 108 Pa?m~! at (z,y,2) = (0,0, 75).



3.5. Algorithm benchmarking 13

Another important aspect that needs to be addressed is the physical limitations of the acoustic
field. Minimizing the ‘amplitude fitting’ criteria (3.6) and (3.7) can generate amplitudes of
acoustic pressure as high as 3500 pascals. As mentioned above, such high amplitudes tend to
break the surface tension of water and create bubbles, which cause random disturbances to
the manipulated objects. To prevent this, the generated amplitudes must be limited to 2500
pascals. We can enforce this limit by limiting the required amplitude since the amplitude of

the resulting local maximum is close to the required value, as shown in Figures 3.1 and 3.2.

The spatial gradients of the acoustic pressure modulus are limited as well. Through trial
and error, I have concluded that the resulting spatial gradient is limited to approximately

1 x 109 Pa?m~" in all directions, i.e., the following inequality holds for the spatial derivatives:

ot o 2\ 2 o 2\ 2
(8“3 (20 4 20, )| ) n (3“3 s ) <(0) . @

3.5 Algorithm benchmarking

To assess the performance of the proposed algorithms, I have created a benchmark program.
The program measures the execution time of individual algorithms on problems with one
up to four fitted points, 256 transducers, and various values for the required amplitudes or

spatial gradients.

I have tested the LM algorithm with the three proposed criteria, as well as the Broy-
den-Fletcher-Goldfarb—Shanno (BFGS) algorithm used in my Bachelor’s thesis [1]. The
results are shown in Figure 3.4. As you can see, the LM algorithm brings a significant
improvement in execution time over BFGS. In the following chapters, I will, therefore, use
the LM algorithm with both amplitude and gradient fitting.

Algorithm benchmarking

30 T T
. — F — BFGS amplitude
g — F — LM amplitude -
o 20l LM amplitude & local max. - |
g — F — LM gradient v
= -
S <
g 10+ I < - T 7
5] ——— —
8 —
g F = /r
£a) I -
- e —I
0! — o =— — _——— — — — 1
1 2 3 4

Number of points

Figure 3.4: Results of algorithm benchmarking. The dashed lines go through medians, the
error bars span from minima to maxima.






4 | Manipulation of floating

spherical objects

In this chapter, I describe the mathematical models and control systems involved in manipu-
lating multiple floating spherical objects. All of the described experiments were done with

polypropylene balls having 10 mm in diameter.

4.1 Modeling a floating object

Due to its symmetry, a floating sphere can be modeled as a point mass with coordinates x

and y. According to Newton’s second law, the dynamics of the object are:
mi=—cqa+ Fy, mi =—cqy+ Fy, (4.1)
where m is the mass of the object, cq4 is the coefficient of drag, and F, and F, are the x-

and y-components of the acoustophoretic force, respectively.

When modeling the acoustophoretic force, I used a control-oriented empirical approach. This
means that the created model is simple enough to be computed in real-time and made to
reflect the behavior of the system rather than the underlying physics. Depending on the
method of acoustic field shaping, I propose two mathematical models: an amplitude fitting

model and a gradient fitting model. These will be discussed next.

4.1.1 ‘Amplitude fitting’ model

In the case of amplitude fitting, the control strategy is to create a high-pressure point at a
fixed distance from the center of the sphere. The coordinates of this point, (xp,,), can be

expressed as:
Tp=x+ Rcosa, Yp =y + Rsina, (4.2)

where R is a fixed distance, and « is a given angle.

Let P be the amplitude of the high-pressure point. Then, the components of the acoustophoretic

force are equal to:

Fp = —c¢, max (P —800,0) cos v, Fy = —¢p max (P —800,0)sina, (4.3)

15
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(zp, Yp)

VB, o< =Py

(a) Acoustophoretic force created by a high-(b) Acoustophoretic force created by a gradi-
pressure point (represented by orange color). ent of acoustic pressure (represented by color
gradient in the upper right corner).

Figure 4.1: Acoustophoretic forces depending on the shape of the acoustic field

where ¢, is a conversion coefficient. The max function in the formulas implements a dead
zone — the acoustophoretic force is zero until the high-pressure point exceeds 800 pascals.
This dead zone is caused by the fact that the force depends on the difference of pressures
rather than the absolute value, and the amplitude outside the high-pressure point is usually
800 Pa, as can be seen in Figures 3.1 and 3.2. The relation between acoustic pressure and

force is illustrated in Figure 4.1a.

Let v, and v, be velocities of the sphere in 2- and y-coordinate, respectively. Let us further

define inputs u, and u, as
uy = —max (P — 800,0) cos o, uy = —max (P —800,0)sinc. (4.4)

Let us define two sets of states, x, = [vg, 2]* and Xy = [vy, y]*. Combining the equations

above yields the following state-space description of the system:

_Cd ‘p
X, = l 1m 0 + 78 Uy , Xy =Apx, + Bpuy, (4.5a)
—_—— ——
Ap Bp
x = [O 1} Xz, y=Cpxy. (4.5b)
~——
CP

4.1.2 ‘Gradient fitting’ model

If the acoustic field is shaped by gradient fitting, the point with the specified gradient is
equivalent to the center of the sphere. Let P, and P, be the spatial derivatives of acoustic
pressure modulus with respect to  and y. Then, the components of the acoustophoretic

force are equal to

Fp=—c4 Py, Fy=—c4P,, (4.6)
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where ¢4 is a conversion coefficient. The relation between acoustic pressure gradient and

force is illustrated in Figure 4.1b.

Let us use the same sets of states as in the previous section. Combining (4.1) and (4.6)

yields the following state space description:

—%4 _C%
X, = 1’” 0 Xz + Om P, Xy =Agx,+ By Py, (4.7a)
Ag Bg
x = [0 1] Xy, y=C,x,. (4.7b)
——
Cy

4.2 Control system

The control system is created in Simulink. It runs on the Raspberry Pi with a sampling
frequency of 25 Hz. The system comprises five distinct function blocks: a computer vision
block, a bank of predictors (one for each manipulated object), a controller, an optimization
algorithm, and a block for communication with the signal generators. A diagram with signals

exchanged between these blocks is shown in Figure 4.2.

The computer vision block measures the position of the spheres based on images from the
camera. I use the raspi-ballpos script, available at AA4CC research group’s github', for this
task. The optimization algorithm is described in Chapter 3, and the communication script
is described in Chapter 2. In the following subsections, I will describe the predictor and the

controller.

l Ugy, Uy, |

z1(t —2) ) Ry (1) Amplitude
(—2)> Predictor 1 ——» fitting
it — . Xy (t) Tp, Yp, P imizati icati
Corpputer . Controller 2, yp, P) Oaﬁtlgiiﬁgon P Comrsrél;inlt(;atlon
vision (t—2) . ($p7 Yps Pus Py) 2 B
Ty (t — Ko (T . '
75 Predictor n L(L Gradient

Ugny Uyn

Yn(t —2) ‘ Ky (t) fitting
Xref

Figure 4.2: Signal diagram of the control system.

"ttps://github.com/aadcc/raspi-ballpos
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4.2.1 Predictor

Due to the time it takes to process the camera image and the lag in the camera interface, the
measured position is delayed by approximately 80 milliseconds, which is equivalent to two
control periods. To compensate for this delay, I have designed a Kalman predictor. First,
the measurement is brought into a Kalman filter, together with the delayed inputs. The
filter outputs delayed estimates of states, X,(t —2) and %X, (t — 2). Undelayed estimates are

obtained by applying the discretized state equation:

where A and B are matrices obtained by ZOH discretization of the system described in

(4.5a), or (4.7a), depending on the control mode.

4.2.2 Controller

The controller is a relatively complex block and can be further decomposed into function

blocks. The schematic of the controller is shown in Figure 4.3

First, the estimated states are subtracted from reference setpoints and then multiplied
by a state feedback gain K. The controlled system has a pole in origin. Therefore, it
is possible to achieve zero steady-state error when tracking a constant position reference

without augmenting the system with integral control.

Then, the output of the collision avoidance system is added to the result. The collision
avoidance system uses a variant of the commonly used virtual repulsive potential field (first
introduced in [13]). The system outputs control action increments for the i*" object, Aug;

and Awuy;, based on the following formulas:

Ay = ¢ E xzd—ng ) Auy; = ¢ E yld_gy] ) (4.9)

J€{l,...n\{i} je{l,.np\{i}

where ¢, is the repulsive force coefficient and d;; is the mutual distance between ith and jth

object.

Let us denote the resulting control actions @, and u,. These control actions need to be
limited, so they do not exceed the physical capabilities of the acoustic field. In the case of
amplitude fitting, the acoustic pressure must be lower than 2500 Pa. From (4.4), the relation

between the control actions and the required amplitude, P, is:

ul +ug = (P —800)%, if P>800. (4.10)
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Ug1
oD ngh-pr('essure/ (@p1,Yp1, P1)
— gradient — —
saturation u,,  calculation (@p1, Yp1, Pe1, Py1)
[ ]
. Collision .
L avoidance
L]
U(IJTL
oD ngh-pr?ssure / (Zpms Yoms P)
turation gradient
82 uyn calculation ('sza ypn7 P:mu Pyn)

Figure 4.3: A signal diagram of the controller block.

Therefore, the control actions need to be limited, so that
uz + uy < 17007 (4.11)

In the case of gradient fitting, the optimization problem cannot yield a gradient of amplitude

modulus greater than 1 x 10° Pa2m™!

need to be limited, so that

in any direction. Therefore, the required gradients

P24 P2 < (109)2 . (4.12)

In both cases, the constraint has the identical form, which can be generally expressed as
u? +u§ < u2,,. - To satisfy this constraint, I propose a ‘two-dimensional saturation’ function.
Let us define an auxiliary variable u = |/u2 + 1]?21 If u is less or equal than w4, the
saturated outputs are equal to the inputs. However, if u is greater than .., the outputs

are:

7 Uas Uy = —— Uy . (4.13)

In the case of gradient fitting control, the saturated control actions are equal to the required
spatial derivatives and the coordinates of the fitted point are equal to the estimated coordi-
nates of the object. However, when using the amplitude fitting control mode, the saturated
control actions need to be converted into position and amplitude of a high-pressure point.
Recalling (4.2), the relations between the control actions and the coordinates of the point

are:

zp =2+ Rcosa, yp =9+ Rsina, (4.14)
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where the cosine and sine of the angle « are:

Uy . Uy
cosq = ———— sina = —

, ——.
[12 2 [2 2
uz + ug uzy + uy

Recalling (4.10), the relation between the control actions and the amplitude is:
P =\ /uZ +u2 +800. (4.16)

4.3 Identification and parameter tuning

(4.15)

In this section, I explain how are the tasks of model identification and parameter tuning
related, what issues does this relation create, and how did I solve them. To prevent working
with too large or too small numbers, I have decided to use SI-prefixed units for some of the
quantities and parameters. Namely, I am using mm for coordinates, mms~! for velocities,
kPa for pressure, and kPa?m™! (equivalent to 10° Pa? m~!) for the gradient of amplitude

modulus.

4.3.1 Model identification

Recalling (4.5a) and (4.7a), the matrices A and B of the state-space description are in a

A= [_d 0] , B = M , (4.17)
1 0 0

where d and g are unknown parameters, which need to be identified.

form

Due to the unstable dynamics of the system, I have decided to use closed-loop identification.
However, this is a kind of chicken-and-egg problem. We want to identify the model of the
system in a closed loop, but to close the loop, we plan to use a model-based controller
(LQR+Kalman filter), which we cannot design without the identified model. While a simple
P controller can replace the LQR for the purpose of identification, the Kalman predictor
is essential in estimating the object’s current position, which is then used to calculate the

desired position of the high-pressure point or the gradient.

To solve this problem, I employ an iterative approach. I start with an initial guess of
parameters d and g. Then, I perform an experiment with the closed-loop system and measure
the inputs and outputs. Then, I refine the estimated parameters using the measured data,
and the greybox identification tool provided in the Matlab System Identification Toolbox.

This process of measurement and parameter update is repeated until the estimates converge.

Results of the iterative identification are shown in Figure 4.4. T am using the mean of all

experiments as the final value of the parameters. The values of d slightly differ in amplitude
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Figure 4.4: Results of iterative parameter identification.

fitting and gradient fitting, with d, = 2.48 and d, = 2.20. The value of g, is 134 and the
value of g, is —0.122.

4.3.2 Parameter tuning

The value of the LQ-optimal state feedback gain K is determined by the weight matrices Q
and R. T am using a diagonal matrix for Q, and since the model of the object is composed
of two identical SISO systems, R is a scalar. Therefore, there are three parameters that

need to be tuned.

I begin by setting both R and the first diagonal element of Q to one. Then, I set the second
diagonal element of Q so that the simulated response of the system to a step in position
reference settles as fast as possible without overshooting. The resulting matrix Q is identical

for amplitude fitting and gradient fitting model:

10
Q‘Zlo 10]'

The value of R is then set so that the control action is not saturated if the position error is

(4.18)

less than 10 mm. The resulting value of R is 1 x 1078 for amplitude fitting, and 1 x 107>
for gradient fitting.

Another set of iteratively tuned parameters are the noise characteristics for the Kalman filter.
To avoid confusion with the LQR weights, let us denote the process noise covariance matrix
as W and the measurement noise covariance as V. Let us assume that in the continuos-time

system, the disturbances only affect the derivative of velocity. Therefore, the continuos-time
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stochastic state-space equations of the system are:

x=Ax+Bu+Tw, (4.19a)
y=Cx+wv, (4.19b)

T
where ' = {1 0} , and w and v are white, zero-mean uncorrelated Gaussian stochastic
processes with covariances F [w?] = ¢ and E [v?] = V. While the covariance of the measure-
ment noise, V, is identical in the continuous- and discrete-time systems, the covariance of

the discrete-time process noise needs to be calculated using the following formula[14, p. 397

Ts
W = / A T qTTeA T dr, (4.20)
0

where T is the sampling period.

By default, the Matlab implementation of the Kalman filter uses the steady-state Kalman
gain, obtained by solving the dual LQR problem [15]. Therefore, the performance of the
filter is determined by the ratio of the process and measurement noise covariances rather
than by their actual values. If the Kalman filter is optimal, its innovation sequence (i.e.,
the difference between measured and predicted outputs) is uncorrelated [16]. Therefore,
the matrices W and V can be iteratively tuned until the normalized autocovariance of the
resulting innovation sequence is minimal. The value of V can be obtained by calculating
the autocovariance of the measured position when the object remains at rest. The resulting
value of V is 1.17. The matrices W), and W for amplitude fitting and gradient fitting

model, respectively, are:

12. A2 24. .24
—[ 0o ] w—[ To 7]. (4.21)

P71 012 0.00162 71 0.247 0.00333

The resulting autocovariance sequences are shown in Figure 4.5.

4.4 Results

To test the ability of the control system to track a moving reference, I have designed two

types of reference trajectories. Let x,; and y,; be the position reference of the i*" object.
Then, the first trajectory type can be described by the following equations:
. 27 1

Tpi(t) =15 cos (V(t)) ,  wyri(t) =1y sin(294(t)) ,  U4(t) = T t+ ET . (4.22)

where r; and ry are the radii in 2- and y-coordinates, T' is the period of the trajectory, and

n is the total number of objects. The shape of this trajectory for r, = ry, =40 and n = 3 is

shown in Figure 4.6a. Note that the objects follow identically shaped trajectories and only
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Figure 4.5: Normalized autocovariance of innovation sequences

differ in starting positions (i.e., z,;(0) and v,;(0)). Due to its shape, I am referring to this

type as the ‘Infinity’ trajectory.

The second type is inspired by the movement of the end effector of a robotic arm with two

links and two free joints. It is defined by the following equations:

Zri(t) = r1 cos (V1(t)) + o cos (¥2;(t)) , Yi(t) = Z t, (4.23a)
yni(t) = 11 sin (92:(8)) + 7o sin (Dns(1)) ,  Omi(t) = 2T72T (t + flTQ) L (4.23D)

where 71 and ro are the radii of the links, and 77 and 715 are the periods of the links. The

‘Infinity’ trajectory ‘Double link’ trajectory
10} ' —— : sof :
Trajectory ——— Trajectories
X % %X Starting positions % % % Starting positions
20 | O
E) g
Z o EA
> >
20t
40 b -50 +
-40 -20 0 20 40 -50 0 50
X [mm] x [mm]

(a) ‘Infinity’ trajectory for r, = r, =40 (b) ‘Double link’ trajectory for vy = 30, ro = 20,
and T1 =3 T2

Figure 4.6: The tested trajectories
shape of the trajectories for r; = 30, ro = 20, 71 = 375, and n = 3 is shown in Figure 4.6b.
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Note that the objects follow identically shaped but differently rotated trajectories. Also, note
that at all times, the reference positions form a regular polygon (in this case, an equilateral

triangle). For brevity, I am referring to this type of trajectory as the ‘Double link’ trajectory.

Results of trajectory tracking are shown in Figure 4.7. Figures 4.7a and 4.7b show the com-
parison between amplitude fitting and gradient fitting control when tracking the trajectories.
In both cases, amplitude fitting control is better than gradient fitting control in terms of
distance from the reference trajectory. As shown in Figure 4.7c, amplitude fitting control
can track the ‘Infinity’ trajectory with a period of 20 seconds, reaching speeds of up to
20mm s~ and accelerations of up to 14 mms~2, whereas gradient fitting control fails when
tracking such a fast-moving reference. Figure 4.7d shows how the control system responds
to changing the tracked trajectory. Supplementary video (see Appendix A.2) then shows
how the collision avoidance system prevents the objects from getting too close to each other

during the change.

Tracking the ‘Infinity’ trajectory

7
i
3

Reference
= = = Amplitude control
Gradient control

z [mm]

Il 1
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(a) Performance of amplitude fitting and gradient fitting control when tracking the ‘Infinity
trajectory

Tracking the ‘Double link’ trajectory

2
4

Reference
— = = Amplitude control
Gradient control

z [mm)]

y [mm]

t[s]

(b) Performance of amplitude fitting and gradient fitting control when trracking the ‘Double
link’ trajectory
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(d) Performance of amplitude fitting control when switching between the tracked trajectories

Figure 4.7: Results of trajectory tracking with floating spherical objects
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objects

In this chapter, I describe the modifications to the model and the control system needed to
manipulate planar objects. As a test subject, I am using an isosceles triangle, 3D-printed
from thermoplastic polyurethane (TPU 95A) with a 2mm thickness. For modeling and
control design, I am using only the ‘amplitude fitting’ method, since it has proven to be

more precise than the ‘gradient fitting’ method.

5.1 Mathematical model

First, let us establish some conventions regarding the triangular object. Let us denote its
vertices as F, F', and G, with the side EF being the base and the vertex G being the apex.
The size of the triangle is given by the length of its base, I, and its height, h. Let H be
the centroid of the triangle. The position of the triangle is defined by the coordinates of
the centroid, x and y, and its orientation, 8, defined as the angle of the vector I—ﬁ The

conventions are illustrated in Figure 5.1a.

Let us, once more, use Newton’s second law to obtain the dynamical equations of the object.
Furthermore, let us assume that the drag force and torque are proportional to the velocity

and the angular speed, respectively. Therefore, the resulting dynamical equations are:

mi=—cq &+ Fy, my = —cay+ Fy, Jh=—cqb+T, (5.1)

where m is the mass of the object, J is the moment of inertia, cg; and cg,- are the translational
and rotational coefficients of drag, respectively, F, and Fj are the components of the

acoustophoretic force, and T is the torque induced by the acoustophoretic force.

Having the dynamical equations (5.1), it remains to figure out how the pressure field relates
to the net forces Fj, F,, and net torque T acting on the manipulated object. For this
purpose, we can view the acoustophoretic force as analogous to the Coulomb force. Let
(xp, yp) be the coordinates of a high-pressure point with an amplitude P. Let AP be the

amplitude of pressure after applying the dead zone introduced in (4.3), i.e.,
AP = max (P — 800,0) . (5.2)

Let us consider an infinitesimally small element of the mass of the triangular object, dm,

27
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-
=

(Tps Yp

(a) Definition of position and orientation (b) Vectors used in the calculation of forces

Figure 5.1: Geometry of the triangle

with coordinates (2, ym). Then, the acoustophoretic force dF = [dF,, dFy]T and torque

dT acting on this element are proportional to:
AP
dF o< ——=r,dm, dT o det [rm ”f%rp} dm, (5.3)
r, P

where 1, = [T — 2, ym — y]T and v, = [z, — 2, y, — y]T. An illustration of this model of

forces is shown in Figure 5.1b.

According to (5.3), the acoustophoretic force and torque are proportional to AP. Thus,
let us define a normalized ‘pseudo-force’, f = [f, fy}T, and ‘pseudo-torque’, 7, that are

independent on AP. The net acoustophoretic force and torque are then given by:
F, < f, AP, Fy o fy AP, TxTAP, (5.4)
To determine f and 7, we need to integrate (5.3) with AP = 1. For that, I propose three

models.

The first model assumes that the acoustophoretic force affects the full volume of the triangular

object. Therefore, f and 7 can be expressed using the following integrals:

1
f= ——r,dy, d = det |ry, 1=ty | dym dzm, 5.5
/AEFG ||rpH3rp Ym ALm. T //AEFG € |:I' ||rPH3rpi| Yy Lm ( )

where the double integral denotes integration over the surface of the triangle EFG.

The second model assumes that the acoustophoretic force affects only edges, which are
exposed to the high-pressure point. For instance, in the situation shown in Figure 5.1b, the

only exposed edge is FF. In that situation, f and 7 can be expressed using the following
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Figure 5.2: Models of pseudo-forces and pseudo-torques
integrals:
L1
f:/ T3rpdp, Tm={1—=p)zp+pap, (5.6a)
o [lrpll
! 1
T = /0 det {rm er] dp, Ym = (1= p)ye +pyr, (5.6b)

where (zg, yg) are the coordinates of the vertex E, and (zr, yr) are the coordinates of the

vertex F'.

The third model assumes that the acoustophoretic force affects only the nearest point on the

Yp — Ym

These three models are shown in Figure 5.2. The blue arrows represent the direction and

perimeter of the triangle. Therefore, f and 7 can be expressed as:

1 x
1 m .
f=-—=rpy, 7T=det|ry er} ) = arg min
[rpll Yn|  [emym|TEAEFG

(5.7)

2

magnitude of the ‘pseudo-force’ for different high-pressure points around the triangle. The
red markers represent the coordinates of the high-pressure points, as well as the direction and
magnitude of the ‘pseudo-torque’ — a circle means positive torque, a cross means negative
torque, and the size of the marker increases with the magnitude.

Let us define three sets of states, x, = [vg, 7|1, x, = [vy, y|T, and xg = [w, 6]T, where
Vg =&, vy =7, and w = 9. Combining the models of the ‘pseudo-force’ and ‘pseudo-torque’

with the dynamical equations from (5.1) yields the following state-space description:

Xx = At X + Bt fx AP, xTr = CXm, (58&)
xy = Ayxy + By fy AP, y=Cxy, (5.8b)
X9 = A, x9+B,TAP, 0 =Cx,, (5.8¢)

where C = [0 1], and the matrices A¢, A,, By, and B, are in the same form as in (4.17),

i.e.,
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5.2 Control system

The control system for triangular objects has the same structure as the control system for
spherical objects presented in Section 4.2. The major difference between the systems is in

the controller. I propose two controllers, an LQR-based, and an MPC-based controller.

5.2.1 LQR

Let x4, Xy and xg, be the reference setpoints. Furthermore, let us define errors x,, X, and

Xy as:

Xy = Xz — Xgr Xy = Xy — Xyr , X9 = Xg — Xgr - (5.10)
Now, let us define the LQR control actions as:
ur = —K; Xz, uy = Ky Xy, ug = K, Xg, (5.11)

where K; and K, are state feedback gain for the translational and rotational systems,

respectively. From (5.8), it follows that the control inputs should be equal to:
Uy = fo AP, Uy:fyAP, ug =17AP. (512)

The ‘pseudo-force’ and ‘pseudo-torque’ depend on the position of the high-pressure point.
Therefore, we need to find z,, y, and AP that satisfy (5.12). Since the formulas for the
‘pseudo-force’ and ‘pseudo-torque’ in (5.5), (5.6) and (5.7) are too complex to be optimized in
real-time, I use a lookup table. I take m evenly spaced points around the triangle (similarly
as in Figure 5.2) and calculate the values of f and 7 for each point. Therefore, each entry of

the lookup table is a five-tuple

(@pis Ypi s faiis fyiTi) s i=1,2,...,m. (5.13)

The values of the ‘pseudo-forces’ and ‘pseudo-torques’ are pre-computed for a triangle
situated at the origin with its orientation equal to zero. Therefore, the LQR control inputs

need to be transformed into u, and u, so that

Uy cosf sinf| |ug
= ] . (5.14)
Uy —sinf cosf@]| [uy
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Finding the optimal position and amplitude of the high-pressure point involves solving the

following mixed-integer program:
i*, AP* = argmin {(ﬂw — fei AP)? 4 (iy — f4i AP)® + wy (ug — 7 AP)ﬂ ,  (b.15a)
€N, APeR
subject to i € {1, 2, ..., m}, (5.15b)
0<AP <1700, (5.15¢)

where w;, is a torque weight. The ‘pseudo-forces’ and ‘pseudo-torques’ are sampled at
m = 300 points. The relatively small size of the problem allows the use of a brute force
approach: we enumerate all i. For each i, we compute the optimal amplitude AP;", which is

given by the saturated weighted average

fa 4 U S 2
AP’ = max | min | Lot Jvi o700, 0], (5.16)
24+ Jw,

and store the corresponding value of the cost function. The solution of (5.15) is then readily

given by ¢ and AP} resulting in the smallest value of the cost function.

The final coordinates of the high-pressure point are obtained form the following transforma-

Tl _ ||, C?SH —sinf@| |z, ’ (5.17)
Yp Y sinf cos6 Yp,i*

and the amplitude of the high-pressure point is:

tion:

P =AP*+800. (5.18)

5.2.2 MPC

T
Let us define a complete state of the triangular object x = {xg xg xﬂ . The discrete-time

state-space description of the system is then given by

A, 0 0 B, 0 0] |f()
xt+1)=10 Ay 0|x(t)+ |0 By 0| |f,(t)] AP(¢), (5.19)
0 0 A, 0 0 B,| |7(t)
N——— N— e N——
A B v(t)

where As, A,, B, and B, are ZOH-discretized state matrices from (5.8).

Let h, be the length of the prediction horizon and let h. be the length of the control horizon
of the MPC (h, > h.). Furthermore, let us define a complete error of the triangular object
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T
X = [fc;r 5(3 )Ncﬂ . The goal of model predictive control is to minimize the following criterion:

hp he—1
J = %ZXT(H—Z')Qi(t—H)—s—% ST R (AP(t+1i))?, (5.20)
=1 =0

where Q is a 6-by-6 positive definite matrix and R is a positive scalar.
Now, let us express the criterion in a compact matrix form. To do so, let us define a stacked
vector of states, X, a stacked vector of references, X,., and a stacked vector of amplitudes, P:
x(t+1) xr(t+1) AP(t)
X = : ) X, = : , P= : , (5.21)
x(t + hyp) X, (t + hy) AP(t+h.—1)

where x,(t+14) = x,(t) if the future references are not known. Let us also define two matrices

Q R
R = : (5.22)
Q R

N———

hp times h¢ times

Qi
I

Now, the criterion J can be expressed in a compact matrix form:

J=X-X)"QX-X,)+PTRP. (5.23)

The system presented in (5.19) is nonlinear due to the multiplication of inputs v and AP.
However, if the sequence of inputs v(t) is fixed, the system becomes linear time-varying. For
the moment, let us postpone the discssuion on how to choose the sequence v(t) and assume
that we have already fixed it. Then, the goal of the MPC is to find an optimal sequence of
amplitudes, P*, so that:

P* =argminJ, (5.24a)
PeRhe
Ax(k)+Bv(k)APk), k=t,...,t+hc.—1,
subject to x(k+1) =< _ *) (k) AP(K) (5.24b)
Ax(k), k=t+he, ...,t+hp,—1,
0 1700
x(t) = xq, I <P< . (5.24c)
0 1700

The optimization problem presented in (5.24) is the so-called sparse MPC formulation, which

contains equality constraints. We can eliminate these constraints by deriving the condensed
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MPC formulation [17]. First, we need to express the stacked states. From the state-space

equations, we obtain

X =Axo+CP, (5.25)
where
[ Bu(t) |
_ ABu(t) Bu(t+1)
A
. A? L _ N ' _
A=| |, C=|A"1Buy{t) AF2Bu(t+1) --- Bu(t+he—1)
A’h Al Bu(t) ArTIBu(t+1) - ABu(t+h.—1)
P
A 1Bu(t) AW2Bu(t+1) -+ AW eBuy(t+h.— 1)
(5.26)
Substituting (5.25) to (5.23) yields:
Lot 1A A T = A TS/ lor s
J=3P"CcTQCP+ (Ax0 —XT) QCP + (Ax0 - X) Q (Axo —XT) + ;P RP.
(5.27)

The underlined term is constant with respect to the optimized variable and can be therefore
omitted in the criterion. Thus, the optimal sequence of amplitudes is obtained by solving

the following quadratic program:

1
P* =argmin —-PTHP +F' P, (5.28a)
PeRhe

0 1700
subject to || <P < | , (5.28b)

0 1700

where
TA o T A TS

H=C"QC+R, F :(AXO—XT) QcC. (5.29)

Note that the matrices of the state-space representation in (5.19) are block diagonal. This
property means that A and C are sparse — they are, effectively, blocks of block diagonal
matrices. Consequently, calculating H and F is too lengthy due to the multiplication of

many zero elements.
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However, if the matrix Q is in a block diagonal form

Q 0 0
Q=10 Q 0], (5.30)
0 0 Q

we can express H and F using smaller, dense matrices:

H=C'QC. +Cf QC+CT Q. Cr, (5.31a)

FT = (At Xx0 — er)T Qt Cx + (At Xy0 — Xyr)T Qt Cy + (Ar X060 — X9r>T Qr CT ) (5-31b)

where Ay, A,, Cy, Cy, Cr, Q., and Q, have the same structure as A, C, and Q, but use the

smaller matrices of the translational and rotational subsystems (proof in Appendix B.3).

Having defined a quadratic program as well as a method for efficient calculation of its matrices,
we now need a tool for solving it. To solve the quadratic program, I have implemented
the accelerated gradient projection method, described in [18]. This method has proven to
converge to the optimal solution fast, and is easily implemented for quadratic programs with
box constraints. The method iteratively searches for the optimal value of P. Let Py be the

guess at k'™ iteration. The method then defines a ‘momentum’ for the next iteration as:
Sk+1 = P + B (Pr — Pr-1) , (5.32)

where [y is a coefficient that should be equal to zero for kK = 0 and gradually increase to one,

e.g.,
0, k=0,

Be=1 " (5.33)
m’ k > O-

Then, the next value of P is given by:
Pj4+1 = max (min (sg41 — A (Hsg41 + F), 1700), 0) , (5.34)

where X is the step size.

So far, we tried to find an optimal sequence of amplitudes for a given sequence of v(t),
i.e., the ‘pseudo-forces’ and ‘pseudo-torques.” Now, we aim to find the optimal sequence of
v(t). Similarly to the LQR, we use a lookup table, which reduces the problem to finding
an optimal array of lookup table indices. Unlike the LQR, a brute force approach is not
viable since the number of all possible combinations grows exponentially with the length of
the control horizon. To solve this problem, I employ a particle swarm optimization (PSO)
algorithm, described in [19]. The algorithm is iterative, and works as follows: we have a
population of particles zi, za, ..., z,. Each particle represents a solution (in our case, a

sequence of indices, which will define our v(¢)). In addition, the particles have velocities
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Figure 5.3: Steady-state behavior of the LQR controller after four iterations

Vi, Vg, ..., v, — vectors of the same dimension as the particles. Both the solutions and
the velocities are initialized randomly. In every iteration, the particles are updated using the

following formula:

S = v 1 u(0,2) (b - 2(7) + U(0,2) (by - 2"} (5.35a)
(k+1) _ (k) 4 (k) (5.35b)

% i)

\%

—~ S~

Z

~

where wy, is the ‘inertia weight,” ¢(0,2) is a random uniformly distributed number between
0 and 2, b; is the best recorded solution (solution that results in the smallest value of the
criterion .J) for the i*" particle, and b, is the globally best solution. The value of wy, should
initially be relatively high (e.g., 0.9) and gradually decrease (e.g., to 0.4). Note that since
the solution should be positive integers, the values of z; are rounded. Also, we need to use
modulo arithmetics so that the values of z; remain between 1 and m (the number of entries
in the lookup table).

After a fixed number of iterations, we take b, as the optimal sequence of high-pressure
points, together with the corresponding sequence of amplitudes. However, we only use the
first point of this sequence, since the whole MPC algorithm is repeated every control period.
Consequently, solving for v(t) using PSO requires solving n quadratic programs (one for
each particle) every iteration. In the current setting, PSO performs seven iterations with

five particles, which results in solving 35 quadratic programs every control period.

5.3 Identification and parameter tuning
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Figure 5.4: Results of iterative model identification

5.3.1 Model identification

This process is similar to the one described in Section 4.3. We begin with an initial guess of

model parameters and iteratively refine them.

In addition, we also need to determine, which model of forces and torques is most suitable.
To do so, we compare the performance of the control systems when stabilizing the triangular
object. This comparison is shown in Figure 5.3. The control system based on the ‘Only
edges’ model defined in (5.6) fails to stabilize the object. The other two control systems
manage to stabilize the object, but the control system based on the ‘Closest point’ model
defined in (5.7) has a slower settling time as well as greater oscillations, especially in the

orientation 6. Therefore, it is reasonable to further consider only the ‘Full volume’ model
defined in (5.5).

The results of iterative model identification are shown in Figure 5.4. The final values of the

model parameters are:

d, = 0.814, d, = 1.16, g = 5.99, gr = 0.0243 . (5.36)

5.3.2 Parameter tuning

The weight matrices Q and R are tuned similarly as in the previous chapter. The resulting
closed-loop system should be as fast as possible without overshooting, and the required
amplitude of pressure should not be saturated (i.e., should be less than 1700 pascals) if the

error in position is less than 10 mm. For orientation, the threshold is 5 degrees.
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Figure 5.5: Normalized autocovariance of innovation sequences

The resulting LQR weights are:

1 0 1 0

and the resulting MPC weights are:

1 0 1 0
Q; = L) 10] ) Q, =100 [0 10] , R=1. (5.38)

The control horizon length is five samples, and the prediction horizon length is ten samples.

The noise characteristics for the Kalman filter are also obtained similarly as in the previous

chapter. The covariance of the measured position, V¢, and the measured orientation, V., is:
V;=0.873, V., =0.001, (5.39)

and the covariance matrices of the translational and rotational process noise are:

: 01 102
0.933 0.0 87] i [509 0. 0] 105 (5.40)

Q= l0.0187 0.965 0.102 5.25

The normalized innovation autocovariance sequences are shown in Figure 5.5. These sequences
are considerably higher than the ones of spherical objects shown in Figure 4.5, which is
probably caused by some unmodeled coupling between the translational and rotational

dynamics.
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Figure 5.6: Comparison between LQR and MPC controllers

5.4 Results

To assess the performance of the control systems, I have designed a testing trajectory, where
the object rotates and orbits around a given center. The reference position, x,; and ¥,;, and

the reference orientation, 6,;, of the i object are given by:

Zri(t) = xei + 13 cos (Vi(t)) . yri(t) = yei + i sin (95(t)) ,  0i(t) = Z <t + ;To> ,
(5.41a)

) 2
0,:(t) = w <t + ZTT> , w= " (5.41b)
mn

where (z.;, yci) are the coordinates of the center of orbit, r; is the orbital radius, T, is the

orbital period, and T, is the period of rotation.

The comparison between the LQR and MPC controllers when tracking this ‘orbit’ trajectory
with z. = y. =0, r = 25, and T, = T;- = 30 is shown in Figure 5.6. Clearly, MPC is more
robust, allowing it to track the reference more precisely. Footage of the MPC with two

triangular objects is featured in the supplementary video (see Appendix A.2).
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In the previous chapter, I have presented a method for manipulation of planar objects. In this
chapter, I describe an algorithm that can assemble these objects into a prescribed formation

and present the results.

6.1 Assembly algorithm

To assemble the objects into a formation, we need a higher-level algorithm that outputs
reference positions for individual objects based on their current and goal positions. The
proposed algorithm is sequential — it brings the objects into goal positions one by one based

on a predetermined priority.

The priority of the objects is determined by their goal position in the formation. If the
object is on the ‘outside’ of the formation, i.e., if it has at least one edge that does not touch
any other object, it has a low priority. If the object is on the ‘inside’ of the formation, i.e.,
if all of its edges touch other objects, it has a high priority. The actual order among the
low- and high-priority objects is arbitrary, as long as the high-priority objects precede the
low-priority objects when being assembled. In the example formation shown in Figure 6.1,
the red triangle with goal position G is on the inside, and so it has the highest priority over

the green triangles with goal positions Gs, G3, and Gjy.

Objects with lower priority are initially guided to a ‘waiting’ position. The waiting position
is defined as the goal position offset by a given distance. The direction of this offset is given
by a vector, which is perpendicular to the edge that touches another object, or a sum of these
vectors if multiple edges touch other objects. In the example formation shown in Figure 6.1,
the waiting positions are denoted Ws, W3, and Wy, and the corresponding perpendicular

vectors are denoted ra, r3, and ry.

During the operation, the objects are guided to their waiting, or goal positions based on two

simple rules:

1. In the beginning, only the object with the highest priority is guided to its goal position.

All other objects are guided to their waiting positions.

2. Guidance of an object is switched from waiting to goal position only if the object has
reached its waiting position, and all higher-priority objects have reached their goal

positions.

These two rules ensure that the objects are assembled sequentially. In the example formation
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Figure 6.1: An example of a formation of triangular objects. The filled triangles represent
the goal positions, the dotted-lined triangles represent the waiting positions.

shown in Figure 6.1, these rules mean that the object with goal position (G; is brought to its
goal first, followed by G9, then (3, and finally Gy4.

Having defined the goal and waiting positions, we now need a planning algorithm that guides
the objects to these positions. In fact, we need two distinct algorithms for guidance to the
waiting and goal position, because these two actions have contradictory requirements. When
the object is being guided to its waiting position, it needs to avoid contact with other objects,
as the planar objects tend to adhere to each other due to surface tension. On the contrary,

objects guided to goal position need to come in contact with other objects in the formation.

To guide the objects to their waiting positions, I employ a potential field planning algorithm,
described in [20]. The guided object behaves as if it was exposed to an attractive force
towards its waiting position, and to repulsive forces from other objects. The reference

velocities of the i object, v,,, and vy, ,, are:

ai(t) — x(t)

d?j Ol (6.1a)

Vo) = €0 v, (£ = 1) o (wi = i) e Y
Je{l,.n\{i}

i(t) — y;(t
Vy,s (t) = Cy Vy,, (t - 1) + ¢cq (ywi - yi(t)) + ¢ Z y(()ig(ty)]() , (6.1b)
JE{L,m P\ (i} “

where (zyi, Yui) are the coordinates of the waiting position, ¢, is the coefficient of retained
velocity — it should be a positive number less than one, ¢, is the coefficient of attractive
force, ¢, is the coefficient of repulsive force, and d;; is the mutual distance between the ith

and ;' object. The reference position of the i object, (4, yr), is then given by:

2ri(t) = xi(t) + vz, (1), yri(t) = yi(t) + vy, () - (6.2)
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To guide the objects to their goal positions, I employ a simpler potential field planner without
the repulsive forces. The reference velocities are then given by:
Vg, (8) = oz, (t — 1) + ca (Tgi — 2i(t)) (6.3a)
vy, (t) = covy,,(t = 1) + ca (ygi — vi(t)) (6.3b)

where (2, Ywi) are the coordinates of the goal position. The reference position is then

given by the same formula as in (6.2).

6.2 Results

The results of the assembly algorithm can be best seen in the supplementary video (see
Appendix A.2). Selected frames from the video demonstating the assembly of four objects
are shown in Figure 6.3. The measured positions are plotted in Figure 6.2. As you can see,

all four objects are brought to their goal positions within sixteen seconds.

Assembling four triangular objects
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Figure 6.2: Results of assembling four triangular objects. The full lines represent the goal
positions, the dashed lines represent the measured positions. The assigned priorities (from
highest to lowest) are: green, red, yellow, blue.
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(d) t = 14.44s (e) t = 16.84s

Figure 6.3: Selected frames from the supplementary video showing the process of sequential
assembly



7 | Conclusion

The goal of this thesis was to develop a platform for multi-object manipulation by focusing
the acoustic pressure field. The design of this platform is based on the previous version
developed as a part of my Bachelor’s thesis. The previous version could manipulate only
one spherical object at a time on a 40 x 40 mm manipulation area, reaching speeds of up
to 10mms~! [1]. The newly developed platform uses four times more transducers than the
previous version (a 16-by-16 array compared to an 8-by-8 array), allowing it to manipulate
multiple objects at once on a 100 x 100 mm manipulation area (as can be seen when tracking
the ‘Double link’ trajectory), reaching speeds of up to 20mms~! (see Section 4.4). Thus,
by increasing the number of transducers four times, I have increased the manipulation area
more than six times; and by implementing a better-tuned controller, I have increased the

maximum speed twice.

Apart from increasing the active manipulation area, the increased number of transducers also
makes solving the optimization problem of focusing the acoustic filed computationally more
demanding. As a result, the original BFGS solver could not solve the problem within the
control period. To deal with this problem, I have implemented the LM algorithm with the
kernel trick, which is five to nine times faster than the previously used BFGS (see Figure 3.4).

The larger manipulation area also allows for the manipulation of more generally shaped,
planar objects. I have developed a mathematical model of acoustophoretic forces and torques
acting on these objects. It turns out that manipulating the planar objects is more complicated
than spherical objects, and simple state feedback is insufficient. Therefore, I have decided to
use model predictive control with my own tailored implementation of an efficient solver. I
have also designed an algorithm for assembling the planar objects into predefined formations.
I have experimentally verified that the platform can assemble up to four objects at once (see

Section 6.2 or the supplementary video linked in Appendix A.2).

7.1 Future improvements

There are still some unexplored possibilities regarding the planar objects. Although I have
discarded the gradient control because it performed worse on the spherical objects, it may be
worthwhile to explore the gradient control of planar objects. Also, it would be interesting to
try if the developed methods for controlling triangular objects work for other shapes as well.
Unfortunately, I was unable to manufacture other shapes in the later stages of my master
thesis due to the COVID-19 situation.
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GitLab repository

The AcouMan project is located at https://gitlab.fel.cvut.cz/aadcc/acouman. The

project contains the following relevant repositories:

AcouMan main: Main repository. Contains a documentation and submodules with

other repositories.

simulink-controller: Contains the control systems for spherical and triangular objects

implemented in Simulink.

experiments: Contains the data as well as the code to replicate the results shown in
this thesis.

Master Thesis: Contains source files for this thesis.

matlab: Contains Matlab scripts for calibrating the platform, optimization, and

visualization of the acoustic field.

manufacturing: Three repositories containing the drawings, printed circuit board
(PCB) designs, and 3D models needed for building the platform.

A.2 Supplementary video

The supplementary video is available at https://youtu.be/D5RC1zG8g0U. The video is

split into parts showing manipulation of spherical and triangular objects (see the video

description on YouTube).
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B | Formulas and derivations

B.1 Deriving the formula for total acoustic pressure

This section and the following one present derivations of efficient formulas for calculating

the modulus of acoustic pressure and its spatial derivatives, mentioned in Chapter 3.
Let us begin with the modulus of acoustic pressure, which is denoted as |P(z,y, z, ®)|%.

Combining (3.1) and (3.2), the squared amplitude of the total pressure can be expressed as:

|P(z,y, 2 ®)> = <§j M9 (z,y, z) ei%> (f; MO (z,y, z) e_j‘pi> , (B.1)
i=1

=1

where M denotes the complex conjugate.

. . T
Let us define vectors u = [er,...,eJ‘pN]T and m = [M(l)(x,y, 2), ..., MM (z,y, z)}

Now, the bracketed terms in (B.1) can be expressed and rearranged into:
|P(z,y, 2, @) = <mTu> (uT rh) —u'mmTu, (B.2)

where u' is the conjugate transpose of u, and m is the vector of complex conjugated elements

of m.

While the formula in (B.2) is mathematically correct, its numerical implementation involves
multiplication of complex vectors, where the imaginary parts cancel out. Therefore, this

formula is not computationally efficient.

Let us therefore further define a matrix p = [m,, m;] composed of vectors of real (m,) and

T

imaginary (m;) parts of m. Now, the product mm" can be expressed as:

_ . |0 -1
mm' =pp’ +jp . 0] P, (B.3)
while the vector u can be expressed as:
u=cCcy +qu>, (B4)

where cg and sg are vectors of cosines and sines of elements from ®, respecitvely. Substituting
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(B.3) and (B.4) into (B.2), we obtain:

2 _ (. T :.T T,
|P(a,y,2 ®)]* = (cg —js3) <pp LR L P

1 pT> (co +jsa) =

(B.5)
0 -2

=CcyPP Co+SEPP Se +Chp ) o

The solver presented in Chapter 3 also requires the gradient of the absolute pressure.

Differentiating (B.5) with respect to ® yields:

Va|P(z,y,z, <I>)|2 = —2diag (sa) ppT ce + 2diag (cap) ppT SP

0 -2

s¢ + diag (c
0 01 P se g(ce) p [2 0

T

— diag (s¢) p P Ca,

where diag(.) is a diagonal matrix with elements from the given vector. Some terms can be

grouped, resulting in the following formula:

Ve|P(z,y,z ®)> =2 (diag (ca) p

-1
0 ] — diag (sa) p) pT Co

) pTS@..

B.2 Calculating spatial derivatives of acoustic pressure

-1

0
+2 (diag (ca) p — diag (sa) p L 0

(€ (™) T
Let us define a vector m, = [8M tg)gf’y’z), L., ]\éfc’y’z) . By differentiating (B.2) with
respect to x, we obtain:
0 |P|?
(g’:umemTu—l—uTmmgu. (B.8)
x

Notice that the two terms on the right-hand side of the equation above are complex conjugates

of each other. Therefore, the spatial derivative is equal to:

o|P* fooT
e = 2Re {u m, m u} , (B.9)

where PRe {.} is the real part of a complex number.

Similarly to the previous section, I will first derive all necessary formulas for calculating the
spatial derivative, and then provide a formula for efficient calculation. Let us start with my,.
By differentiating (3.3) with respect to x, we obtain:

8M(l)<$ayvz) lafdzr(mayaz) 1 .]k od

- P AARA , — ) 2= ek B.1
o 0 d o +fdz7"(:l:ay7'z)( 42 + d> 8£C:| € ( 0)
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Since the distance d is defined as d = /22 + y? + 22, its spatial derivative is:

9d .  _z
dr Pt yrta2 d

By applying chain rule to (3.4), the spatial derivative of directivity function can be expressed

(B.11)

as:

0 fair(x,y,2) O fair(sinf) O sin@
oz O (sinf) oz
~ [Jo(krsin®)  2Ji(krsing) Jo(kr sin&)} x 22
= _ —

(B.12)

sin 0 krsin2 sin 0

Now, I will do a similar “trick” as in the previous section and define a matrix p, composed

T

of real and imaginary parts of m,. The term m, m" can be now expressed as:

0 -1

T
, B.13
L olP (B.13)

ﬁ’lme = PxPT+ij [
and the spatial derivative from (B.9) can be expressed as:

o] ) o) -

-1
0 ] plss (B.14)

a‘P‘Q_ T s T T .

=2 (cg PzP' €& +55Ps P’ S& +C3 Pa

pT C<1>> .

The gradient of the spatial derivative is:

0 -1
_Sgpzr L

J|P|?
Vrb( ’a:| > _2<_diag(s<1>> (pwPTerpg) ce

0
. T T , 0 —1] ¢
+ diag (ca) (. P + PPy ) se — diag (sa) Pa L o |P e
(B.15)
. 0 1 : 0 -1
+ diag (cs) p ll 0 p; e — diag (ce) Ps ) 0] p'ce

+ diag (sa) p

0 1]
S
1 olpx ‘ﬁ)

Due to axial symmetry along the z-axis, the spatial derivative with respect to y is almost

identical to the spatial derivative with respect to x.
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B.3 Proving the MPC matrix identity

Recalling (5.29), we aim to simplify the calculation of matrices H and F, defined as
T A = T A T &
H=Cc"QC+R, F :(AXO—X,,) QcC. (B.16)
Due to the structure of A, B, and v defined in (5.19), the following identities hold true:

A} A?B: f.
A" = AP : A"Bv = |A?'B, f,| - (B.17)
An A"B, T

r

h

By direct calculation, the element of H on i*" row and j* column, H;; is:

b _ _ . AT L
Hij:[ > Yt +i-1)BT (AF) QAMIBu(t+j-1)| +0uR,

k=maz(i,5)

(B.18)

hj=1,2, ... he,

where 6;; is the Kronecker delta operator. Substituting the identities from (B.17), H;; can

be expressed using three sums:

hp o
H;; = [ S flt+i- DB (AF) QAL Btfm<t+j—1>]

k=maz(i,j)
I _ — . AT i =
+1 Y f+i-DBY (AF) QATTBfy(t 45— 1) (B.19)
| k=max(i,5)
[ M _ _, AT =
+] Y rt+i-1)Bf (AF) QAFTB (b4 - 1)| + 5, R,
L k=max(i,5)
Therefore, the matrix H can be expressed as:
H=C'QC.+C QCy+C Q. Cr, (B.20)
where
Bt fz(t) ]
AtBtfm(t) Btfx(t+1)
Cx = A?C_l Bt fac(t) A?C_QBtfx(t"i_l) Btfz(t+hc_1) ) (B.Ql)
AlB, f.(t) AM'B,fo(t+1) -+ AByfu(t+he—1)
APTUB fo(t) APTEB fu(t+1) - APTMOB fu(t 4+ he — 1)
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Qt Qr
Q: = ; Q= : (B.22)
Qt Qr

and the matrices Cy and C; are defined analogously using the corresponding state-space

matrices and inputs.
Similarly, the i*" element of the vector F is defined as:
o T ., .-
F,=) (Afxg-x(t+k) QA But+i-1), (B.23)
k=i
which can be expressed using three sums:

e T .
Fi - Z (Af Xz0 — Xa:'r(t + k)) Qt Af_j Bt f$<t 47— 1)]
k=i

b :
+ Z (Af Xy0 — Xy (t + k))T Q:A; 7B, Syt +i— 1)] (B.24)
=

[ _ T L
+ |0 (Akxgo = xpr(t + ) QTAff]B,,T(t—i—i—l)].
k=i

Therefore, the vector F can be expressed as:

FT = (At Xz0 — Xa:r>T Qt Cx + (At Xy0 — XyT)T Qt Cy + (Ar X0 — XBT>T Qr CT ) (B25)

where
A
A; Xer(t+ 1)
~ t .
Ay = . ) Xz0 = Xa:(t) ) Xaor = : s (B.26)
A'?,, Xar(t+ hy)

and Ay, X40, Xg0, Xyr, and Xg, are defined analogously.
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